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Abstract: To address the problems of poor robustness, lack of language modeling ability and inability to distinguish
between homophones or near-tone characters effectively in the recognition of Chinese speech, an end-to-end Chinese
speech recognition algorithm integrating language model is proposed. Firstly, an acoustic model from speech to Pinyin is es-
tablished based on Deep Fully Convolutional Neural Network (DFCNN) and Connectionist Temporal Classification (CTC).
Then the language model from Pinyin to Chinese character is constructed by using the encoder of Transformer. Finally, the
speech frame decomposition model is designed to link the output of the acoustic model with the input of the language mod-
el, which overcomes the difficulty that the gradient of loss function cannot be passed from the language model to the acous-
tic model, and realizes the end-to-end training of the acoustic model and the language model. Real data sets are applied to
verify the proposed method. Experimental results show that the introduction of language model reduces the word error rate
(WER) of the algorithm by 21%, and the end-to-end integrating training algorithm plays a key role, which improves the per-
formance by 43%. Compared with five up-to-date algorithms, our method achieves a 28% WER, lower than that of the best
model among comparison methods—DeepSpeech2.
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VE R SEBATGE R RE ANLAS B R F R T & iR
B ARAE T A U4 B — R . AR
S BORDGE Z T T IR 2 B T s A
FBR D IR ] AR IR A 1578 (Gaussian Mixture Model-
Hidden Markov Model, GMM-HMM) /. Bifi 25 ¥ i 2% >
AR, GMM 8 W A5 e ) B i K A IR B 22 1Y)
2 (Deep Neural Network, DNN) i #4134 1B IR I AE
BHARJy DNN-HMM. 22 )5 35 5 #4228 W 2% (Recurrent Neu-
ral Network, RNN) .+ %7 i 12 14 ) 2% (Long Short-Term
Memory, LSTM) 1 2 TR 28 ) 2% (Convolutional Neural
Network, CNN) L% b7 FH 23 25 R 0457, (H 3%
A3 B 3 UM ZEAS BT 3 J2 DL HMM S A% 0 A
AT HMM AR AL (1) Z2 TR -5 B SA A TE TS 22 8. 1
AT B U R Gk & 2 AL [ ik, R4 I PP 7026
4 (Connectionist Temporal Classification, CTC) B 5|
A BT E FON SR, SEIL T F RSO R A )
X3, T PUIE A SR . BIAN Pezeshki %4 5T
TR CNN 5 CTC 454 5 ffi H Spec Augment i 4ig 1 7 55
2, Yang 25O H T — AN 3T Transformer f4 35 £1) 3 A
B f i ARG E RN ; Chang S545 5 7040 CNN ¢
TEFEIAS AR T 7R B AR AR AR Y vy 3 i 5
TU S R RO R SR 51 32 B0 BB AR R, Fan [
BABE Hh 3 Rl 7 A A B BRI A (R S i R |
[ RE ' Graves $ HE A R[] LSTM 945 S f 24 iy i ik
FTAEFE s Dinkel #-4 LUJE 6 15 35 U AE R i AJEH
LSTM il CNN #1745 442 H CLDNN TR A& 4244 ; [l i 5 i
4R B DL GRU T CNN &5 A4 3t 0 28 J2 5508 I 1)
Deep Speech2 B> 3 75 9 SCIR & 18 RE P U TR
B TR s o i B R AR AR AR B T TR B
25 B2 W 4 (Deep Fully Convolutional Neural Net-
work, DFCNN) 0[5 % rfn 4230 fff FFJ 45 AR T 1 X
PR S AT AR 8 A R AR H R A G B A B E AT
BRI BE 2 > B 29 7 245 &, 25 K B DFCNN [
BLSTM 55 U R GE i A~ AR S Tl S i B9 R 48
PUIASETE T 15% LA L.

H TR 2807 TE AR X P SR e I AR R %
JETE H AR S B rpo A 2 R A S . A A
BERUFIE 5 R 1 Jc i T 1Y O v & 2 Rl (Shallow
Fusion) , 202 2 3 i I 2 s 2 BB AN H RS, AR
JR A e R LG | SR SR SN E RO H 2
R B S 77, Bengio M ENL B BIIFAT S5 L
IR Z S (Deep Fusion) WiEH BRI SR T
B . AL, Sriram 25 A\ HE R BlLA 1O SERE R
H¥FlA (Cold Fusion). Toshniwal 28 A 2455 = Fp R~
[F) SEL B8 P Rl £ 7 9 40 S0 VS 14k RN DISK 1 EA TP A

YRl E LT IR Z RS RO B2 R AN Ik TC I S A
BORRCRIA ETE RS E AR Z RS, HIRZa S
Ve Rl5 75 1290 AR5 2111 T Ui v 2 i A Y CTC 25 58
JH, RS R s b AT R SRR R RS . Ak, DA
RS T A T AT T RO 3 2R N-gram GEHAEAY
BB TR 27 > Y R R, 4R BT r) SRS i o0 2 45 g o o
H R T O B LA AN

AR SCEF X CTC 3 3] Jyg A5 78 e /1> S8 18 5 A A DA S
TerkIB A UL AL O XE ST ) TEA TS, 76 DFCNN B
LRl R DUEE 5 0 A& R OB A T
G, BN BE T Transformer 4 it #5 4514 1915 5 B8, If6
H G R ARGHA T IREE Rl 8 o B B3 o W 5
JIR Y AR A A A A TR R A U R e A B T
il T AL Y o 3 i 1 U 557 (End-to-end Chi-
nese Speech Recognition algorithm Integrating Language
Model, ECSRILM). 7E—EfEE_EAIE THT CTCIEH
PUNZRGE 7 A5 10 ) & 7 50T 3 7 IR R e, A B4
o U IE AR . i A S BRSBTS
TR A TR, B B AR R 28 11, 88%.

2 BEmMEFESEEE

ARSCHEFR AR IR TG R B /-] R
RS, 5 ABRZE I P 4028 CTC 3 8E 306 Ho i 7 2
BRI 2, 3058 BT 1% 54155

BREE I 4325 CTC 2 Hi Graves 2548 HY 4 F K i e
IR 2R84 26 09 )7 5 . CTC SAB S5 (T HMM fy 75
SERETRRTR] AN T BEXT R AT g 3] f) s o ) 5, T
SR AR B RS RO A S bR S Blank Ol SEELE ¥
W2 5 SCA R i shxd 55, %0 AR R Ak T
Uity S AR AR ) U R R

CTC I 252 78 I 2% iy tH 2 0 FH CTC H AR R %L, A
Bl 5E B AT 5 5 5 RS Z [ 6 5F TR S bR
0 R AR 4 0 1 AT A X=(ay xy, ooe ) FDRE
NI Y=y vy, oo yy) s FEH T R i (R B )
KB, x, A AEE A ) 1 BT X6 o7 ) 1 5 R AE 1) B 5 U
BB AR yel M A AN S LR T
RS . CTCYNZRM HbRstRE L e AT 5 X T, 8
SURELY BIE 280 SN I TR L - IR A NP B gl
max (InP (YIX) ). 2k T fif o 0] 748 J 51 ) 6 55 ), 1 5
Vak b R4S L =LU {blank} , Z J5 51 A—1 5k
AJEINLEMT b ——XF N 39 CTC #§42 =(ar |, 7r,, 0 77,)
7 CTC F 42 Ao iF a8 AR ZE FEEZS FI bR 2 i S 42 1
W mel’ , )a i) BARF I Y B o hAH S A
FREA I, FIMBR 2 FAF IR AR 2 . B B — B 220 i
Z ST, B A CTC B4 A A 22 ] LA B g — Tt
o BR 2 (AR A A5 T A -
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P(z]X)= ]jp(n, X,) (1)

XHF HARFS YA L 24 CTCH iy 8 m 52
XF I, R I AT AT AT CTC B A8 114 B 3 ke /s i i b
Y BB

P(Y|X)= zﬁeﬁmp(pw) (2)
Horp BIE M ar B Y B WSS 2 S e A I AH 4R T AT H
B2, RS2 . BT CTC BRI T A 1T Bl il 23 bifi
AT R ECO K RBO TR 228 XK, ir
P 30T e 3l A ) Bk P A e e SRR AR S
Do 2 T s S TR AR L AR B L TR L iR CTC 532K bR

CTC(X)=-InP(p|X)=- Zpeﬂ(y)ny’f (3)

Ze b I 2k 2 Je 1Y ) 2 B a] Rz 1T 7 5 5 R AS 1 7
M, CTC fe 28—~ TN PIBERFE 4, Hod 7ok A
FPHIACE N 2 4328 45 1 28 00, 120 R ) 3 R 0 1)
R B 0 30 1 R (Greedy-search) 1 4 o # &
(Beam-search ) e H 8 e K14 7 27 BT P41
3 AXFHE

R GEr T & R R GEAE RS B Bl i 23R A 2
BERVFNE BRI T, LSS R MRS 5 B Y
W I — Ty T i CTC B R Ay H i S 6 58 i
B IR B B 20 TN ARE AR 22 )2 T DG 1Y) 20 1 18
TR Z A A G, BT AR B AEAE CTC rhm ATE 5 A%
RURICAT LAk — AN A MBSO R 1 52 . 55—y,
X T SCHE R UL T [E] & S U BIAFAE , iR AR A A
PTEAEARMER AT X G, DA G LR £ i 75 AR
SCA BT A BINLARNTE . B X CTC S 8 g o 25 PR 1A
R D R RE ) DL RO BB SO A T AL E
TR A LA L FRATTHR T — T A il 5 1 35 R
1Ay 2 i 2 TR A 78 (End-to-end Chinese Speech Rec-
ognition algorithm Integrating Language Model, ECS-
RILM) , Bif 7 Transformer 1 5 15 55 1) 1% i 4 3 FH A 28
P2 (DFCNN). St B e WS g vy 1 e 27 Al
Ty 0 S8 R A OE S IS TG A
2B PR EI ISR . AT e 2 — PRI A Rk
FESR | 22 J5 Xof P 2R A AN T8 Wi M A AR N 5 B A =
A TP T A B3k
3.1 REGELR

AR SCHT A H A ECSRILM A 3 A HE A SR 75 ¥ (55
OB TE P 2 J5 K LT DFCNN HESR A4 75 4 A R i Ak
NSRS, #EMIE BT Transformer Zif a5 4514 115
LN R 2 S R s 27 R EP SIS S R s vl ¢
G S E 0T S WO A, T LATC R A S

AR PRI T I MO AR AR A T DL L FEAR
I YI Rl BE v R T 3882 20 Ao () 248, B 2
43 X PR 2R RN T AR T 45, 2 S w2
ATIRIZ G, 3 B 53 S R R R S R 5 1)
HEHE , IO B ARSI SEA TR I 25 . AR S5 A HE
I Y AN E B e L S e S (= < X 7ol LE] R b iz B
IR LT UG A TR 1 5 LA by e 2 A
DFCNN %A . FEFIZRad FR b, S B iy A
PR AR A U 2R B R AE R v T R i 5 1Y
CTC f# i )2 , # Dense (256) JZVE R H | I 518 5 43 i
R R A 3 I i A B0 AR e | SR I A B ) B
WES L BRI S T B Y o B i 1 R
1), FE U 2Rt B v A R 28— R Ak f FH 28 S AR S it 2
PRI, N T HR R AR B9 AL RE T A ) BE TSR FRRRF-
T UEATALIE . TR X P 2 AR W A
B = A EEROE TR 4

Speech * * L s 11 w*w

pectemm
_a‘; —_ Conv2d
EZ Conv2d sx A A
2 g Maxpooling = |
£S5 0
<7 )
Dense (256) 2] |
- |
D b
ense (vocab_py) l | 5 |
N B
Qg =
52 1 O ||
cE3Z
O g g g _ ||
3} o8 5 . ) |
© 7Y 5 g [Multi-Head & Attention
%5 o 1
) o Dense(vocab_hz) g
%8 =N | |
£E 2
2e Cross_entropy ~
3 &

| Speech Recognition |
FUT RE i AR Y B s E A

3.2 FEERE

FE 75 ARSI BE T bR IR 4 5 B 42 ) 2% (DF-
CNN) il EBRES I P43 285035 (CTC) IAESE il it e & £
MERE R R R A (55 TR T A T A
PR TR R BRI OCE . B, A ASR
DFCNN #f 55 THRBN T2 56 BT 1015 Ge s & FRAEFEE
D5, HAER U5 5 P B i A i A
PREA T 2 0 R AR TE A5 B AT HE A USG5 R AE
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YE A AR TE B PONHEZR B AR P4 . ok, s
RIZER) KT , DFCNN 5% G55 1R 51 () CNN 80E AN
A, B4 T UGN s R s i 1 D 2 i ', 4
FUZE I 3x3 M/ NEBUE I E 2 B RZZ 5 N
Ak )2, RIS T CNN A RE ST . S bRl

I
: Convolution Pooling:
Layer : 1

Speech  Spectrogram | Layers Layers

Convolution Pooling !
Layer

ER LB ALEXT, DFCNN 7] LU B #5647 s
R FA5 B IF 7 DFCNN 1] DL (0,4 26 08 35 3 19 K
AR S A E RNN I8 S5 P 7E 6 1T ELp 8. A
TP i+ SR FH CTC 45 2K o 05 B A A R 1) AN 46
KX 55 . AR BLARZE R AN 5] 2 s

Fully Connection Layers
(Dense 256)

%12 DFCNN+CTC HERI45#y

RN R R ST I 5 SO 3 7 A A P e CF R
1 dad jial hao3” 55 ) MRS RR, I MR A — B &
B, SR 285 DFCNN A i b B X 1 35 26 720 T
SETRAL IR, B n I 20185 RN o), S TIUNN B ZR 4K
0. 9<a<1. 0, 25 TN EAL PRIS A 45 R 0T 0 «
x(n) =2(n) — ax'(n-1) (4)
SRR B AT L A 44 B T R TR I X
LB IS ] R A Ry RGO PR A G B, X bsf 43 €]
176 B AL S5 R AR SR IBCIRAE |, Tl 3 2 1 B U2 Ft
)= LR DFCNN REF 2R 5K 19 Iy sl Fok kA5 B
AT S X 8 A o B A . ERE A SR R
T 102 HRUR 5 E Ak, & B A B R 3x3 1y /N4
R A ZBCE T A [ A6 R A 8003 3 oy 32,64
128,128,128, 1E I U AR 2 I #-HEA T e KO AL R A=
A = JZH pool_size ¥ K 2, J5 I )Z pool_size N 1, ALK
T RRASE UG R . R T BN % A RS T, AR RRIR
LR 2 5 At AT T 4t = 5 — 1k (Batch normaliza-
tion, BN)H#AE, [F] Iy 1 s /DA AL b 40065 1 IXURS: , 78 )
2% v R 4 A Dropout /2 . AERRSFE R HA SR FH CTC
YRR R sR AL, A 20 58 BRIE & ORI 7S 22 A BT A

SRS FF , LA B AR R 114 v 1) i 1
3.3 IEEMSRHRER

HE BRI B AR A — 3K, 75 2 BIRLRR 2 CTC L
PE I Zr ozt P 52 90 0 5 WA 9 19 B 3h4 5% fE it i
i v S BT ORI B B 4, T O S R B A
5 PR EIOR TR R L BT AR B — AN A AR TR Ok 5 1
PSS AL B FR B9 58— , Aol A SC b i o 5 ot
ff AL TR 38 3 2% o il RS RN 5 L CTC gk B8 58 LI 7 it
BT A, DT 5 B RYAT 558 — 40 % bR 2R

T A AR AL 1) 2 B T AR RT3 — A AR
W, H o W ARSI T WO R R T2 A 1 RS,
WK T 1 RO 508 WO 26 £ 8 5 T 915 Wil
HESL kAN WUR XS NS i A5 A, R s
FNTE N B 25 ke 0 W0 ) 1 of IO 265 0 A 1 e 5, 0 W,
=1k, B3 45 T SIE RO s B, R RS B
B R

TS SR ISR U 5 i A R 28 I 45 22 i 1)
A J& — 4k F N (batch_size, len_wav, len_feature,
in_channels) i3 batch_size FErn— IRk AFLALIETE



511 BT AT TR Y i B i v SO TR AR 2181
— |Dense(256)|—>| Softmax |—> | Decoded | —>| LM |

1050110203 02

[0]
0401207 02 021 [T]
| 0401207 02 021 1] len_wav m
| 04 01207 02 02! 2
| 0401207 02 0.2: 3
I dim = (len_wav.256) | - o
batch_size o | _ max(m,n
| 0.5 0.11 02 03 0,2: 5
04 012 0.7 02 02 n
! Y
1 0401207 02 02 3 1 - n w
10401207 02 02y [3] - L] [———————— |
10401207 02 021 [3] 10 12120 0,
h 2] 00 0 1 0
dim = (len_wav,256) | Lo 0 0 o 1!
_________ 1 | |
matmul 10 0 0 01
10 0 131313
1o 0 0 0 0,

3 BCEARRE n EA

BB A B, len_wav FR R B K H SO AR,
len_feature F/niE o SRR UG BT AYEELERE
A SCHUE M 200, B 5 len_wav H:[R]5K B T T i (19 “ 751
", in_channels 738 5, A SCHUE 1. 25 2 )26 R
b S 4 i 42 )2 2 05 a1 4E 2 R (batch_size, len_wav,
out_feature) , FoH out_feature 57~ BT N i) %y 1 4R 1F
HERE ASCRE 256, I A ZTE ) Dense(256). 45Tk
2238 Dense (vocab) 7153 2 J& B Softmax 15 2] 45— i Jir X
W E 15HY one-hot [ £, HH1 vocab & WA IR/ . FE
2848 CTCffhs 253 L PR B2 i & 15 e 1)

LR I e R 220 1 iy 5 1 DF 257 e 7 5 e A\ g —
WA XT RO R . S I, 5 TS 7% AL A 2 58
EAYERE . & LeR“" " 3 Softmax 5 2| (1Y one-hot
1) 2 HE 5] 1T A ) L B 5 S” ez Sy e B HA R T
il ,S,E {0,1,+-, vocab | 7R ¢ WX W A AR5, 24
I L R S ] A N5 WO DIV =R LS 1o 3.0 VA= 1]
1 s, IR | AT 45 de 2B i 1) 15 ¥ 41 SeZ' ™ len_yin-
jie TR G AL s WeR' - Sy i UGS
THIBCE IR w, =0 F R0 s SR T WU AL, w0, =
LFR T s M R R AL |7 7
BT WU s X, W 0, =1k, oRECT A W, ¥ %
K6 SRR ORI , 25 M, B s, JF B3 D L 1
Bp—A7 0% T HAE L s, Fes fRk T 13— 14t
B PR B R I ARG 45 s

FUEE g WeR' - £ 2R 1 5 il 5 BF & )T )
EAER X E R H S Dense (256) J2 i 4 BE Ye
RO SURE RE AR SR, ] 75

Y=WY (5)

I Y7 R IR R BB
A . T Y YRR RS g, Bl
it R b 1B E AR R pRBORT DL A S A AT 2
AR, DT S5 B o 28] i 1) 2% > 2o 7
3.4 IESHEE

Transformer J2& i Google 23 Rl # i , AT fif HR A48 55
AU AN 2 K A7 W T A 1 5 AR 2 R R

SRR T OO I i R A AR R

A HETMUEIE L e R oo 2235 B S 7 i
B« VA UG R T ROAL R R W
1: FUNCTION SyllableWeightCal(L, S)

2: W<O0

3 pos <1

4 FOR i = ] to len_wav DO

5: cont <~ True

6 begin < False

7 WHILE cont AND pos < len_wav
8 IF S(i) =arg/maxL(pos,j)
9: begin <— True

10: W (i, pos) < 1

11: ELSE IF begin THEN

12: cont < False

13: END IF

14: pos < pos + 1

15: END WHILE

16: END FOR

17: W H#i7Hd—fbw
18: RETURN W
19: END FUNCTION

H 13 & 7 (Self-attention ) L] Y 2 i A 2548 . AR A
Y Transformer [ 28 Z5 46 SEIL T DA 22458 AU Ay 1 %) 39
8 B SCF B RS R . A EE N-gram 575, Transformer
D) £ B 25 o dti 40 /] - T R B B RE B AR R 1 L R
a3 RIS B A5 B, 76 8 5 5% e b R #5 T R L34
Transformer B AU (i ] 22 3k 7 3 2 1AL, HARSE & a0
H(6) Frn:
Attention(Q, K, V)= Soft max( QK"

o Q FRaR A i ) i, K g ) i, VRO 10 i, d,
FOREE AR . 2k AFE UL G E
ML AR L BEAE L 2 39 P81 A 5 in) 5 1] 22 [a] i 4O ¢
2, M S22 47 L, B A A IR T,
AT T B AR 55

ZEE TP S F S —— XN R R, AW M F
FFANK BEAE R R, T LA Decoder ¥iig J- ANk A PF &
B X Fh g K A g A B R AR SC R P Trans-
former 1Y) Encoder 5 14 3 Xf HH#E A 7348 > i % , RIAE i 1
TR AN — A~ 42 3% 32 )2 A1 Softmax 2, [ A T $2 45
RISl T ARSI Ab B . 1 4 AR SO it
iEpraa=g CRIVERT AR

T AR R ST 3 41 B SO A A A ok
A, AR T T . R TN ZR A0 ad RE i A S R s T
PEDUE & 1T A, Zad ik A JZ Embedding % 16 R X

W (6)
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o7 {4 T[] g T o] 4 A 256, I it . A
2 A~ A R] ) SR A 2 B, B — A 23k |
& J1 Multi-Head Attention F1— 4214 $52 59 i 15 # 28 )
% Feed-forward ZH WL , I AR )23 R 8% 25 2 o Pz 2 i
174 — 1k (Layer-Normalization ). 83 %54 4w 09 )22 2 5
FeZtid 2k BB ESRAS B — S I 5 R 1]
i R I B R — R R 2 S R R A X
VA W)Z 2 MBS PREUE Relu, 25 22—
ANRPERIE . BIEHRTE R R e e, Ho
AR T — DR S A AT A E RT3 A Soh 2
SLVE R 1B 8 num_heads=8, X A% 3 FH 6 )2 A&
NIRRT HES: Ry T S b ] B 28 XS AR A R AT T
FRZE S AL B . B v R Cross-entropy R BN
B, LASE B A W 25 1) I 200 AE

Add & Norm

Feed
Forward

N x
Add & Norm
Multi-Head
Attention
7Y
Positional ‘
Encoding ‘/

Input
Embedding

K4 T Transformer Zafib #5115 5 A5 AU

4 ZREREHSHT

4.1 L&t
4.1.1 LIGHEIESEMIER

AR S5 T FH B 2 i A A R DL Ae R A BR A A
FFUR B AISHELL 3535 B 422 80 g 5t 35 oA W
K4zl rre BRER R Tl A ;=5 1140, o A
FH 400 4% 2k [ 1 ER ] 0355 KA & 5 ANE L FE N
PREE P FH O B 50 AL (44, 1kHz, 16bit) #E 77 5% i
B, PP 0 A SR AR SN 16k Hz, 2t i 3 e X A B
Bl R 3 o AR TR A B, L B T SO I R
1E95% L) |

TR RV s S R 1780 ARSEER R
B4R 2> UG  E S AT AR =4, Hodh il
B2 163h (130836 2% ) , B4 4 Sh(3588 %) , il
AN 10h(7176 55).

ARSI T BRI ZRRR T AISHELL B4 2.

G IR T AR A R SO B R, 3 5 U7 A S SO B
A BRI Ty s K e A 4
B BB o IR SRR , B T
T A D VR, I ARSI 2R i 22
P TEARAC B, A 25658 3318 FH Python A% PyPinyin RN
TR R P, ARSI 55 441375 FIDLE
3724 SRR PEE 0y SCIZRiEEr .

AR A A SR A 4 B S A R WER, — i
TEOL T WER B 2 PRI PERE BT . PPl AR i B A an
RLY

X 18 TR ) T 45 R, — R ST I A R
T8 MR A A S 2 3] fiff 22 R A 25 3] ) 51 56 42 A
[v) , 46 A ) TRV B AR 285 1) e 810 A BB A WER , H:
HAARXT

WER = 100% x (7)

Hor SR B 1 BRI RS, D SR N B 0 R R, TR
B A FRIRVER, N LS TE A Y BT A
4.1.2 XBTESH

RIS HGBIFE Ubantul6. 04(64bit) R4 Fi817, &
T FH Python HFEIE S , 454 Anaconda ¥ B4 T A
T HOR AL AR B 500 H A5, 15 e A B R 3 i
H Librosa , Scipy A5 AR AR 5K I A T Tensor-
flow PN &R 5 B B35 19 AP Keras, 28 T 42 5 | 2558 )5 (i
I Tensorflow-GPU R A< , ]k %5 #% GPUEL & N 4 65
GXT1080, 32 17 P77 A 32GB. A T 5T i 1y 9138 1o 46 1fi
H'T Tensorflow2. 0 WA & (1 E 2R S 7 T 518 T 3h4&
J& Bager B3, AR 1. x IRAS B FR &L, X T A 5k
T LU R R BT Numpy £
4.1.3 REIERMRL

PRI SR A T R IR AT AL B ERAE A
F& WM EE L 43T (TR 25ms  WTEE 10ms ) K o (0
T ), 30 Ao PR el L A o 4 B 5 TS AR S i AR
fiE, 2200 4 . 76N 2 B B 3k WG 1 1 Bl A T Bk
(Adaptive moment estimation, Adam)YE & 15 8 19 0 4k
L X R N A SO N R S §7 B BEPIVA i = o S ]
L RE S o o 190 285 e S5 1 2 s 7E 3 R BRE Z R i
g 3 — A (BN X 9 48 o (AR R A7 1 38 0 4K, DA
IHE A 55 W) 4% 4 )1 2 o BE R AR RE 1 e AR 2 2 )R
{# FH Dropoutm: DL A R0 BT X 285 B8 3 4816 AURS: L 491

A7 ) RULE R 1107 7EGOR B B, LABEHLAR BT B

3£ (Stochastic Gradient Descent, SGD){E 45 &I () 4G
Al 30 o B BT /N 2 o] AR N 28 7E JS O AT
RERSE IO S R BE S 1107,
4.1.4 SKIGXTLEEEE

T B UEAS SO HR R B Bl 1 R A T S

S+D+1
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T TR A 2 AR 30k SR DL R T 8 s ) s 28] )| 4 9
FIVER, 43 STt T PHALIE Al SE 56, 56 — R AN B iE
R A DATE 5 U A DFCNN S 21 i A 78 465 — 20
25 b S AR SO O R SRR ], N B DR Y
DFCNN A5 75 1M B35 BT 018 5 BRI B, (5 2
AR T B0 AT IR | A 5 AR 174 i 31) i 11 225
If R LR 4SS X L AR A 43 0 12 S DECNN Al DF-
CNN+Transformer Encoder.

IFi) s A SC A A 2 i R R R AT T G B
BLSTM-DNN-CTC #& %" CNN-LSTM-DNN-CTC #5
7114 DCNN-DNN-CTC A" ResNet-BLSTM A5 751 28 £l
Deep Speech2 # 84) BLSTM-DNN-CTC i i i F 2. A
CTC iy 1 J2 A IR J2 W 11] LSTM [9 28 Ab BT 12 [ e frp ke i
B4R 90 1) B . CNN-LSTM-DNN-CTC # CNN. LSTM F
DNN 20 & A sk AR = E fE dEBiRe ) LI B AN G R,
CNN 8 K Jd /D45 R A5 4k, LSTM 48 K 4TI 18] 245, DNN
T8 A TR R 2% 75 W Sp 1) B AT 43 25 A9 23 (1] . DCNN-
DNN-CTC il 35143 2 CNN 5 CTC BAE45 43 S —
ol 20 B 1 A oy 2 i 1 3 DU HE 2R . ResNet-BLSTM 7
CNN 1| A5 2288 FIT A7 96 B2 JF #2 A BLSTM
2, I REAE P OB b ) SR XA AE  H i 0
FRAEFEAT IR SCEE . Deep Speech? B2 2 —A4 186 11
MM, B —A W EZ SR A)Z M2 A8 5)2 .
ARy e T 7T AN FE R R (G 5 K B R0 % 1. RS DF-
CNN. DFCNN+Transformer Encoder. DCNN-DNN-CTC .
ResNet-BLSTM K& AT 142 HH A9 ECSRILM #5584 i A 34 418
7% . BLSTM-DNN-CTC 2% FH A ZR 45 % (8] 3% 22 20 (Mel
Frequency Cepstral Coefficient, MFCC VEFES 50 26 4,
5 A AT S 9 WU S i Wi — 3k 494 4285 ; #57 CNN-
LSTM-DNN-CTC 1 Deep Speech? i AFFAIE S8 A&
— By B 22 43 L 120 ZE AR IR AR B DR I 5 2H AT (Mel-
scale Filter Bank, FBank) , Fo 45 AiF 2 BUJ7 B 2581 F MF-
CC, /24 MFCC fiJe — 0 I B R 7% A8 4t L i A5 21 1)
SR R T 2 R R TEE E B . BB DFCNN,
DFCNN+Transformer Encoder.Deep Speech2 DN Wil
PoREE R AISHELL RS HEF T 25, e 4E |
PEATPERED AT 2 0 SO0 25 3 s i 4 R B B 45 5k 5.
Mk [ 28 1 rp 2 T4 [ AISHELL a4 47 1 25 A it
3555
4.2 XWHER

FEA 43 ) 45 T3 Rl S 56 R 2 1) S5 %o L 2
S5 A I T Ik R 1) S X L 25 A R
R WERAE MPEREPEHr 4845 , WER RU{E B/ N HU
PERE#LT .

4.2.1 Hm@IFLL LI
THBLSCIE P 25 R A3 2 7R . DFCNN 2 B

®1 TREEBLENSH

i 22, =3
i W4 4K 20 e
LTy
DFCNN 5%2D_CNN+2xFNN &
DFCNN 5%2D_CNN+2xFNN

+Transformer Encoder +Transformer Encoder

BLSTM-DNN-CTC'?" | 5XDNN+3XBLSTM+2xFNN W
CNN-LSTM o
(141 3XCNN+3XLSTM+4XFNN e

-DNN-CTC

ol 10XCNN_maxout —
DCNN-DNN-CTC* T
+3XFNN_maxout

ResNet-BLSTM 8XCNN(4xRes)+2xBLSTM T
Deep Speech2!! 3x1D_CNN+3XGRU+FNN T
5%2D_CNN+2xFNN o

ECSRILM W

+Transformer Encoder

PEATEEAE, B/ TE F RO, HEWER GAE 15. 06%, 2553
L TR Z 28 PR O, ARt T LA Tl S
RHEA T4 B fRAS , WER 7 11. 88%, 5 DFCNN 1) WER
LU MR B S 21% , 6 — e R EXT IR 5 AT T
X473 ; DFCNN+Transformer Encoder % 5225 1) i 1 )= il
GITIE BRAI T T AR R S AR A B HUR A B R
W BEA AR, IE 30 % IEAE R BI ZRBi B 5 )
PRI R FEN) , T T R I A R 7 2 AR ) R A
RHEATANEWR A 25 81575 2E R B Rt F2 v ; R
H TP 2R AR F AR RN SR, 75 2R i = A
MR 2E B 1 i 5 AR i B R IRl A DAk pR K
FENZridt B WA T 48— R AL I T A R gepl
(9 TAF &, R WER ST FE DFCNN BE &, 35 8] 1
20. 72%. ASRERDNL 15 55 45T R RS 2E AR R IR 2 il 6 O F
TG IS , 4518 B ABULE I Zorn S50 By Beioxt i 2
BERIHEAT T 2 1F , [FIRHE A e — R Ak gl 1 ) i
RZE %, 5 DFCNN+Transformer Encoder 1) WER #H [t
T REIREE A 43%. SEHRAE RRWIA S Rl 515 5
BAY O HE SR A S A v 1 SGEE U R
T PN S eSS
x2 HPEIFLLELMER

BERILEH TR (%)
DFCNN 15. 06
DFCNN+Transformer Encoder 20.72
ECSRILM 11.88

4.2.2 @I

ARSI RS R PR 32 0 R A SR 6T L g SR an
2 3 i, HoHp Deep Speech?2 445 53 i R &2 S CAS
16 AISHELL 3045 5 1 Il 2545 21, o Ath 0 A oAs A4 1) 52 56
EHR SR 28 [ A R 2 . AR 3 TR AT DL A
SCHE 1 ECSRILM A5 B 1) - 152 e fIK F LA 4 Foxef
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FeARE A | b H B 4 1) DeepSpeech2 £ 7Y AR T 28%.
FEF 25 2 ECSRILM BB SR ] — 2 5 AR B 0 TR
AT P AT RS I, — e PR BB T ARG S
SRR AR R 3k v ash 43 AR 22 96 1 3 BURRAE AR 8 4
RN . R ZA /N EBRRAUE KRG UL
TR R AR L ME X A Be ) dE ok R AR TR S A
PR ERAEA A3 A B R 27 2] B B 2 09 I s A5 8., B se 7y
AT BRI AR . [R]IS ihF ECSRILM BB 7
fif o R v G I T R R S A SRR R iR
TR AN IE P SO B[R] S SO A A 0 DA T 4
fe B R TEO P RE
R3 HEEIEZWER

HLHRY FAHERE (%)
BLSTM-DNN-CTC'' 26.27
CNN-LSTM-DNN-CTC" 24.55
DCNN-DNN-CTC"” 23.36
ResNet-BLSTM** 20. 84
Deep SpeechZ“Z: 16. 60
ECSRILM 11.88

5 #ig

AR R CTC i 21 vy A5 A Sl /D AR 75 1580 (1Y) F
S oy 1 B IA) BOI  RE R AE ) , AR T — A
il T S R ) o 21 i SCHR R ) U7 75 ECSRILM.
v 7 2 AR R HY DFCNN HE SR, 1 75 5080 U 2 3k
Transformer 454 /(1) G i 45 35 2 BETH I B . 1% 7 2
B FNTE R TC R RS LA e i, FRAT T80 T
BT AR SC BT A AR A BT U R
B D RE , IR il S B B A . A Y RE A% 52
PR pR O H T R S A% B R A AR T S R R
ARy i 8] o | et A

RBIEAR SO 1 A R, Bt T PR A T S g 2
Arghim Lo, -5 HAth TR J2 0 5 AT T R 1 X L
SEHR AR P Rl TR RO A TR HE SR AT 8K
M 1R SO S UM ARG B, v 38 i 4 )1 et
SRR I . 2 A TR T A B R
ik, BIE—E B LAIE T HRTF CTCHH R RS
PR 2 R TR R AR TR ERR
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